MOBINET IP-PBX XO9pATIATUniAH TapblH aBjiara

UHTEPHITUIH CYJI)KI3H/ CYYPUJICAH JOTYYP
XOJIFOOHBbI YHJTUUJITID

(XoparasryuiiH rapbiH aBiiara)
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YHIMHAH TOXUPTOO XUMNX 3AABAP

JlyraapbeIH TOXUproo

I"apax spuanbl TOXUProo
Opox ssipraHbl TOXUPTroo
HoTyyp x071000HBI TOXHUPrOO
@akKChIH TOXUProo

TenedoH XypIbIH TOXUPTOO

I A

B30633p TOXuproo xuiix
IPPBX TOXMproo XuixuiH TyJJ TaH] Japaax 3yHIC X3parTai.

e |PPBX-pH IP xasr

e [PPBX pyy xanmax spx

e |IPPBX pyy xanmax 0OJOMKTOW CYIKIIH/ Oaliraa KOMITBIOTEP
e Ba6 6poysep (Firefox-pir ammriraBan uiryy TOXHPOMIKTOM)

e  MoOuH3T(hOHH Ayraap O0JIOH HyyL YT

B26 6poy3sepaa H39r331 IPPBX-Hb1 IP Xasruiir 6uussa xanmax a3px39paa 10gin xuiix opHO.

[HuH33p Toxupyysok Oafiraa Toxuonmong IPPBX-aer WAN mopThir KOMOBIOTEPTIH X000k
kommptoTepuiin IP xasruiir 192.168.1.X Gaiixaap ToxupyyinHa. Ba6 6poysepaa sk IPPBX-ubr default
IP xasr 6omox 192.168.1.100-uir 6uwrsx default username: admin password: atcom rasg login xuinx
OpHO.
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ATCOM

wecome

Please login ) ) i
Asterisk™ Configuration Engine

Usemame:

Password:

AMXUIITTal HIBTAPCIH TOXUOIIOII Aapaax [OHX rapd upax Oereen System status xacart ogoo Oaiiraa
TOJIOBHIT Xapax 00JIOMKTON. OepulienT XuilCHUIA Aapaa IIr3uuiiH GapyyH 1331 Oynann Oaiiraa Apply
Changes map:x ToXHproor xajaraisa.

atcom o))

Status System Status

Please click on a panel to

manage related features
Uptime : 09:33:25 up 1:33. load average: 0.04, 0.06, 0.00

Trunks

Trunk Type Username Port/Hostname/IP

Conference Rooms

200
Not in use
Extensions
@ Free @ Busy @ UnAvailable '@ Ringing
Extension Name/Label Status Type
@ 100 user100 Messages - 310 SIP User
@ 101 user101 Messages - 0/0 SIP User
& 102 user102 Messages - 170 SIP User
@ 103 user103 Messages : 0/0 1AX User, Analog User (Port 1)
@ 104 user104 Messages : 0/0 1AX User, Analog User (Port 2)
400 se Ring Group
301 Start_test Voice Menu
300 Check Voicemails VoiceMailMain
- *No Extension assigned Dial by Names Directory

1. JlyraapbiH TOXHPIroo

ATCOM

Manage SIP & IAX trunks

T3 Trunks
Analog Trunks Service Providers VOIP Trunks

Trunks are outbound lines
used to allow the system to [ + Mew SIPJAX Trunk "

make calls to the real world.
Trunks can be VolP lines or
traditional telephony lines. No SIP/IAX Trunks defined

HIuaop Toxuproo xuiixuitH Tyan Trunks-> VolP Trunks->New SIP/IAX trunk pyy opx napaax 3ypart
y3yyncamasp Toxupyynaan Add 6omon Apply Changes napHa.
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Type:
Provider Name @- ( Mobinet ]
Hostname - [ 202.131.253 177 )
Username :[TSKK}{KXK ]
Fromuser : [ T EHRHAAN ]

Fromdomain :

Password : [ il ]

Contact Ext - | 750000 ]

Insecure Type: very - @

©cancel | (B Add ]

Type: SIP
Provider Name: Mobinet

Hostname: ip-phone.mobinet.mn /aceam 202.131.253.177 rax IP xasruiir 6uams/
Username: 75XXXXXX /Mo6unstdon nyraap/

Fromuser: 75XXXXXX

Password: ******** INMoOuHIT(HOH AyraapbiH HyyIl Y/

Contact Ext: _ 75XXXXXX /”_“-mooryyp 3ypaacsIr 1yraapbiH ©MHO Ou4H/

Yyuuit napaa Edit mapx Codecs: First: G.729 6omon CallerID:75XXXXXX-uiir Toxupyyiana. X3paIB
daxca 3opuymxk trunk yycrax 6aitraa 6o Codecs: First: u-law 6onroso.
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Edit SIP trunk F3X30000K X

Provider Mame @ Mobinet

Hostname : 202.131.253177
Username ;  THXHHOK
Fromuser :  TXCCOO0K

Fromdomain :

Pagswurd - WEEREREERER

Contact Ext.: | 75X

Insecure Type: | very [=] @

Codecs - First : (G.728 [« []Second : | a-aw [«] Third : [Gs1 [«]
Fourth - | 5725 [«] Fifth - =

CallerlD @ ; [?Emm ]

[] Enable Remote MW -

© Cancel | | Add |

2. IN'apax sipyaHbI TOXHPIroo

Hyynnara xuiix yeq rapax spyar YuriyyJisxs]] alluriaHa.

I'apax sipuansl Toxuproor Outgoing Calling Rules-> New Calling Rule pyy opx Toxupyysaan Save 6010H
Apply Changes napsa.

Manage Calling Rules %

[+ New Calling Rule ] | Restore Default Calling Rules | Outgoing Calling Rules
Calling Rules define dialing An outgoing calling rule pairs an extension pattern with a trunk used to dial the pattern. Thi:
permissions and routing through a PRI but "long distance” 10-digit dials through a low-cost SIP trunk). You can g
rules. manages only individual outgoing call rules. See the Dial Plans section to assc
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k= 2 1

Calling Rule Name ® - (Local )
Pattern @ [0 ]
— |_] Send to Local Destination O

Destination : -

— Send this call through trunk:

Use Trunk (D

Strip @ digits from front
and Prepend these digits @ before dialing
— [ Use FailOver Trunk @ -
fail over Trunk @ -
Strip 0] digits from front
and Prepend these digits 0] before dialing

) Cancel | (M save |

Calling Rule Name: Tyxaiin rapax sipuaHbl TOXUPTOOHBI HIP
Pattern: OxsH1 Hb 3aaBaji “ ” —100Tyyp 3ypaachir OMYH?
X 601 0-9, Z 601 1-9, N 601 2-9, [12345-9] 6011 1,2,3,4,5,6,7,8,9
. 60J1 IMap 4 TOO X3/A3H U WHUPXAT Oaiixk 00JIHO
Send to Local Destination: JIotyyp ayraap pyy X0J0OTA0XbIT TOXUPYYJIHA.
Send this call through trunk: Auns trunk ammriargaxsir COHTOHO
Use FailOver Trunk: 2 6a TyyH?3¢ 13311 ToOHbI trunk-taii yex sxuuii trunk ssmap HaraH Gaiiamaap
KHJUTAXTYH TOXHOJLIOJ 9H]] 3aaK erceH trunk ammrianana.
Strip: xamaH ToOT 3aiTax Oyil TyraapbiH 9XHI3C XacaXbil 3aaHa

and Prepend these digits: ssmap TOOT HIMIK 3aJTaxbIl TOXHPYYJIHA

Kumrs Hb:

Calling Rule Name: International003
Pattern: _7.

Use/Trunk: Mobinet

Strip: 1

and Prepend these digits: 003

Iaspx toxuonmons 7861310902530 rask 3anracan yex Mobinet racan trunk pyy 003861310902530 60wk
3ayrariasa.
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Iapax sipuansl Toxuproor Dialplan-n toxupyymk erceeep 10Tyyp Ayraapt rap yrac pyy 3airax, oycan
CYypHH yTac pyy 3ajrax, OJIOH YJIC pyy 3ajrax I3X MITI9p aHTHIaX O0IOMKTOM OOJIHO.

ATCOM

1 Status DialPlans

[ + New DialPlan |

[ Outgoing Calling Rules

|£3 Dial Plans A D.ial Planis a cnlleu:.tinn of Outgoing Qall Rules . Flial Flans are aasig.ne

calling that only permits users of that Dial FPlan to dial local numbers, via
have a Dial Plan that incluc

Default Dial Plan

Dialplan Toxupyymnaxmaa Dial Plans-> New DialPlan pyy opsk Toxupyymnaaa Save 6omon Apply Changes
JapHa.

Create New DialPlan X

DialPlan Mame: [DialPIarﬂ ]

A DialPlan is a set of
‘Calling Rules” that can be
assigned to one or mare
users.

Include Outgoing Calling Rules: [CJ)Loc75 xxxxxx J Int75x000xxx ] Fax [test [ Local

Include Local Contexts: (V] default [ parkedcalls [¥]conferences ¥ ringgroups (¥lvoicemenus ¥ queuss [¥lvoicemailgroups ¥l directory

® Cancel

3. Opox sipuaHbl TOXHPIroo

Opox sipuansl Toxuproor Incoming Calling Rules-> New Incoming Rule pyy opx Toxupyynaan Update
6oson Apply Changes napHa.
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ATCOM

X3pArI3rduiiH TapblH aBjiara

Incoming Calling Rules %

[ # New Incoming Rule ﬂ Incoming Calling Rules

Mote: If you have multiple SIP trunks from the same provider, you'll need to

Time Interval

1 Time Intervals

L3 Incoming Calling Rules
Create, modify, prioritize
and delete incoming call

rules based on Time
Intervals.

Trunk: Opsx upk Oy#t nyyaarasy aib trunk ammriaraaxpir TOXUPYYIIHA
Time Interval: DH3 TOXHProo X3A9H HATHIH XOOPOH]I ALIMIIIATIAXbIl TOXUPYYIIHA
Pattern:” “-mooryyp 3ypaacbir MOOMHIT(OH IyraapblH ©MHO OUYH?

Destination: Opx ups Oy#l qyy/aiara Hp OIyyJ aBTOMaT XapuyJiard pyy 3CB3J alib HIT AOTYyp Ayraap
MOH AYYT IIyyJaH Pyy XOJOOT/IOXBIT TOXUPYYIIHA

New Incoming Rule X

Trunk -

Time Interval - | None (no Timelntervals matched) « |

Pattern @ :[ THIK ]

Destination - | VoiceMenu — Start_test - |

(S Cancel | | Update l

4. JToTyyp X0J1000HBI TOXHPI00

Oxman Options->General Preferences->Extension preferences pyy opx ayraapiaaiThir TOXHpPYYJIHA.
OHAIXYY TOXUPYYITHIH Jaryy AOTYyp AyTraapbll H3MH).
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Extension preferences:

User Extensions © 100 to 199
Conference Extensions - 200 to 288
Woicelenu Extensions : 300 to 309

RingGroup Extensions - 400 to 499
Queue Extensions - 500 to 580
VoiceMail Group Extensions © 600 to 699

) Cancel || Save |

ATCOM

User Extensions on PBX O

[ + Create New User ] Modify Selected Lsers | X Delete Selected Users |

[3 Outgoing Calling Rules

r1 Dial Plans [ Extension Full Mame Port SIP
[ 100 user100 - Yes

Users is a shortcut for [ 101 user101 - Yes

quickly adding and remaoving [ 102 useri0? _ Yes

all the necessary B 103 user103 ) ~

configuration components

for any new phone. [C] 104 user104 2 -

JHotyyp ayraap HaMIx133 Users-> Create new user pyy opsxk toxupyynaan Update 6omon Apply Changes
JlapHa.
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BEdle New 158 A

— General - F
Extension: @ Name: [user1DD ]® DialPlan: 0 i
CallerlD- @ outBound CallerD: 100 @ F
— [C] Enable Voicemail for this User @
VoiceMail Access PIM code: 100 @ Mailbox: 100 @ Email Address: @
— Technology
@siP ® iax ® Analog Station: (D flash @- ndlash @

Codec Preference : First Second Culaw « Third: G726 « Fourth : Mone « Fifth: None «

— VolP Settings

SIP/IAX Password: ®

MNAT: (D Can Reinvite: [ @ DTMF Mode: RFC2833 - @ insecure: veryEl (D

— Other Options
3-Way Calling ®Em Directory ® ¥ cal Waiting @Bcn® Ois Agent ®
[] Enable Call Record @ Pickup Group: 1 =

& cancel || Update |

General:
Extension: motyyp ayraap
Name: X3parasr4uitH Hap
CallerID: 6ycan noTyyp ayraappyy 3ajiraxaj xaparjgax Hap
DialPlan: toxupox Dialplan-sir conroso.

VoiceMail:
Voicemail Access PIN code: ayyT uyynaHruii HyyIl yr
Email address: n-maitn xasr

Technology:
SIP: SIP TexeepeMx 133p TOXUPYYJIaX TOXUOJIO0J] COHTOHO.
IAX2: IAX TexeepeMx I133p TOXUPYYJIaxX TOXUOJA0J COHTOHO.
Analog Station: aHanoru yrac 133p TOXHPYyJIaX TOXHOJAOI IOPTIT COHIOHO
Codec preference: KoJeKbIr TOXHPYYJTHA

Voip Setting:
SIP/IAX2 password: SIP/IAX2 —uitn Hyy1 yr

Other Options:

5. MdakcbIH TOXHUProo

Xyy4HbI aHaJIOT (PaKChIH alapaTaa alluriiaH HHTEPHITIIP (hake AByyIax 00JIOMKTOMN. DakchiH
anapatbid RJ11 xabenuiir IPPBX —uitn FXS Gytoy HOrooH nopt pyy 3ajirasa.
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k o

dakcn 3opuynk Tycaaa 75X XXXXX racon MoOUHIT(OH ayraap 6aiix éctoit. DHd xyraapsit XyBbI trunk
0O0JIOH OpPOX, Tapax SIPUAHbl TOXHUPTOOT MOH XHUHH).

®daxcwH A0TYyp Ayraapmaiteir Users -> Create New User pyy op>k yycrao.

ATCOM

User Extensions on PBX %

+ Create New User l Modify Selected Users | | X Delete Selected Users | List of |
Full Name Port SIP 1AX DialPlan

O - - Yes = all

O - Yes - all
Users is a shortcut for O . = Yes - all
quickly adding and removing O Yes Yes all
all the necessary
configuration companents U — - Yes - all
for any new phane. [ ] - m— - Yes & all

O - - Yes - all

O - Yes - all
{31 Ring Groups O - - 25 Tes g all

ml Yoa = all
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— General :
Extension; 2058 @ Name: | fax ® IDiaIPIan: |®
| calerip: 205 | ® OutBound CallerD: | 7500000¢ )

— [ Enable Yoicemail for this User @

VoiceMail Access PIN code: ® Mailbox: NaN @ Email Address: @
— Technology
Ose ® Oad® Analog Station: |Port1 v D flash @: 750 ndflash @: 1250
Codec Preference : First :[ulaw v| S UL —— | Third :[None  +| Fourth :[none | Fifth :[None v
Port 2
— YolP Settings §§:3
SIP/AX Password: ®

NAT: ©) Can Reinvite: ©) DTMF Mode: | rr 0] insecure:  very ®

— Other Options
O 3-Way Caling@ O In Directory @ [ call Waiting@®@ O c11 @ O 1s Agent @
[ Enable Call Record © Pickup Group:

© Cancel | Update |

Extension: ®akcein 10Tyyp Ayraap

CallerID: ®axkcbin 10TYyp ayraap

Name: Hap

OutBound CallerID: ®akcsin ip gyraap

Dialplan: ®axkceiH rapax sippaHbl TOXUPTOO

SIP: uncheck

1AX: uncheck

Analog Station: ®axcera amapar 3airacan IPPBX qaspx mopTeIH ayraap
Codec preference: First: u-law

6. TeaedoH XypJbIH TOXHPIooO

Batipuiin xamaapaxryirasp 0alryyuiarblH @XUITHYYT OOJIOH yIUP/Iaryya MeH 0ycaa XyMyYCTai
Teae(oH Xypaa XuixX 00JI0MKTOH 0O0JTHO.
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ATCO

Sta Manage Conference Rooms

+ New Conference Bridge | Conference Rooms

L3 Outgoing Calling Rules

L1 Dial Plans

£1 Ring Groups

ConferenceRoom Password Admin Extension
200 123 101

[3 Music On Hold
L1 Call Queues
r1 Voice Menus

r1Time Intervals

2 Incoming Calling Rules

I Voicemail

L1 Conferencing

Meetlle conference bridging
allows quick, ad-hoc
conferences with or without
security.

Tenedpon xypibiH ayraapeir yycraxmds Conferencing->New conference Bridge pyy opk Toxupyynaan
Update 6omon Apply Changes mapHa.

New Conference Bridge X
Extension : @ Marked/Admin user Extension : @

FPassword Options: -

Fin Code: @ Admin PinCode: @

Conference Room Options:
@ Flay hald music for first caller @ Close conference when last marked user exits
(D Enable caller menu (D Announce callers

[ @ Quiet Mode [ (@  wait for marked user

S Cancel | | Update I

Extension: TenedoH XypIbiH 1yraap

Marked/Admin user Extension: AaMuH J0Tyyp Jyraapbir TOJIOPXOWIDK 6rCHOOp TyXailH qyraapaac
TenedOH XypIIbIT TYTKUX, CYYIIZ OPCOH XIPATIIATYUIAT Xacax 33p3r OOJIOMKTOM.

Pin Code: Temedhon xypai opoiIox HyyIl Ayraap
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Administrator PIN Code: TenehoH XypabIT yAUpIariuifH HyyII[ yT

Play Hold Music for First Caller: Tenedon XypIbiH 3XHHUIT OPOIILIOTY JapaarkuiiH OPOJILOTYUIT OPOX
XYPTAII asi COHCOX

Enable Caller Menu: Xypamna opomtord * gapx Tenedhon XypiasiH MeNU pyy xaHmax

Announce Callers: Xypana oposmordzoa eep oposnord Xypaia HACAdK Oairaar MyIdradX

Quiet Mode: Xypaiza opik, rapu Gaiiraa gyyr xaax

Wait for Marked User: Anqmun ayraap HITI9X XypTai Oycas Oposordu Oue OueHUnx?3 sipuar
COHCOXT'YH
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